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New Updated 70-333 Exam Questions from PassL eader 70-333 PDF dumps! Welcome to download the newest Passl eader 70-333
V CE dumps: http://lwww.passieader .com/70-333.html (57 Q& As) Keywords: 70-333 exam dumps, 70-333 exam questions,
70-333 VCE dumps, 70-333 PDF dumps, 70-333 practice tests, 70-333 study guide, 70-333 braindumps, Deploying Enterprise
Voice with Skype for Business 2015 Exam Case Study 1 - Contoso, LtdCase Study 2 - Litware, incCase Study 3 - Humongous
InsuranceCase Study 4 - Trey ResearchCase Study 5 - Tailspin toys Case Study 6 - Contoso, LTD 2General OverviewContoso, Ltd.,
is amanufacturing company that has 4,000 employees. The company has a sales department, a marketing department, aresearch
department, and a human resources department.Physical LocationsThe company has four offices. The offices are configured as

shown in the following tabl ¢ [ Office location Number of users | Extension prefix | Client subnet
New York 1,500 H F 102.168.8.0/21
Miami TTTTTA00I T - i ,—:’__u”ﬂ"f’ - (= [192.168.20.0/24
Los Angeles 400 3 192.168.30.0/23
Houston 200 4 192.168.40.0/24

The New Y ork office contains the main data center. Communications for all of the officesis routed through the New Y ork office.
All telephone calls from the Los Angeles office and the Miami office are routed through a public switched telephone network
(PSTN) gateway in the New Y ork office. All offices connect to each other by using awide area network (WAN) link. Each office
connects directly to the Internet. NEW QUESTION 1Y ou have a Microsoft Exchange Server 2013 organization and a Skype for
Business Server 2015 infrastructure. Y ou need to design a Unified Messaging (UM) solution to meet the following requirements:-
Support a peak concurrency of 500 calls.- Connect to two Skype for Business Server 2015 pools.What is the minimum number of
mailbox serversthat arerequired? A. 1B. 2C. 3D. 5 Answer: CExplanation:
http://technet.microsoft.com/en-us/library/aa997637 NEW QUESTION 2Drag and Drop QuestlonCOntoso Ltd., hasfive offices.

The offices are configured as shown in the exhibit. Click the Exhibit buttor
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Each office has alocal connection to the public switched telephone network (PSTN). The peak usage statistics are shown in the

followi ng table Office Number of calls | Percentage of calls | Percentage of calls
to North America to Europe

Redmond i 50 percent 50 percent

Seattle DU o ()0 #0001 =a | (2 ) =80 pérodst i 1| | 20 percent

Amsterdam N 50 20 percent 80 percent

Berlin 20 0 percent 100 percent

Paris 20 50 percent 50 percent

Every audio call consumes 100 kilobits per second (Kbps). Y ou plan to replace the PSTN connection with a centralized SIP trunking

service. The service will contain a Sip trunk in the Segttle office and a SIP trunk in the Amsterdam office. The solution must use
least cost routing. Y ou need to cal culate the maximum amount of bandwidth that will be used by each SIP trunk. What is the
maximum amount of bandwidth that will be used by each SIP trunk? To answer, drag the appropriate bandwidth amount to the

correct SIP trunk in the answer area. Each bandwidth amount may be used once, more than once, or not at al. Additionally, you may

need to drag the split bar between panes or scroll to view content.
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Bandwidth Answer Area

8,500 Kbps Amsterdam SIP trunk: Bandwidth

9,500 Kbps Seattle SIP trunk: Bandwidth
eshNa Yzl cadertc om

10,000 Kbps -
10,500 Kbps

12,500 Kbps

Answer Bandwidth Answer Area

| 8,500 Kbps I Amsterdam SIP trunk: | 9,500 Kbps ‘

| 9,500 Kbps | Ppo— |1u.500 Kbps |
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[ 10,500 Kbps ]

‘ 12,500 Kbps |

NEW QUESTION 3Drag and Drop QuestionY ou have a Skype for Business Server 2015 infrastructure. Y ou have a Virtual
Desktop Infrastructure (VDI) that uses Hyper-V. Y ou use VDI templates based on Windows 8.1. All thin clients run Windows 8.1.
Each thin client has a Skype for Business-qualified headset. Y ou need to prepare all of the thin clients and all of the VDI templates
so that users can place calls by using the headset. Which components should you install on the thin clients and the VDI templates?
To answer, drag the appropriate components to the correct location in the answer area. Each component may be used once, more
than once, or not at all. Additionally, you may need to drag the split bar between panes or scroll to view content  cemponents

Skype for Business Phone Edition

Skype for Business °

Lync VDI plug-in

Windows & RDS cllent

Answer Answer Area

Thin clients Windows 8 RDS client

ERRINABIEBE] /:. Al Py ,r'"
LU _,-|_ (3 VA’ 7 i _J r_JZ AL

VDI templates Skype for Business

Explanation: https.//itbasedtel co.wordpress.com/2013/06/17/lync-depl oyment-using-virtual -desktops-vdi/
https://technet.microsoft.com/en-us/library/jj205304(v=0cs.15).aspx NEW QUESTION 4Y ou have a Skype for Business Server
2015 infrastructure. Y ou configure the Skype for Business Server to require that each user has alocation. Y ou configure alocation
for each subnet. Users report that when they sign in, they are prompted for their location information. Y ou need to prevent the users
from being prompted for their location information when they sign in to Skype for Business on the internal network. Which Skype
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for Business Management Shell cmdlet should you run? A.  Publish-CsLI1SConfigurationB.  Publish-CsTopologyC.
Set-CsNetworkSubnetD.  Export-CsL1Sconfiguration Answer: AExplanation:
https.//technet.microsoft.com/en-us/library/gg398364.aspx NEW QUESTION 5Y ou have a Skype for Business Server 2015
infrastructure. The infrastructure contains one central site. The infrastructure contains a Standard Edition server that has the
Mediation Server role installed and islocated in the central site. Y ou configure atrunk to an IP-PBX. The IP-PBX is qualified for
integration with Skype for Business. Y ou have 300 users who are enabled for Enterprise VVoice. Y ou need to provide public switched
telephone network (PSTN) services to the Enterprise Voice users if the IPPBX fails. Which two actions will achieve the goal? Each
Answer: presents acomplete solution. A. Install a Survivable Branch appliance that connects directly to the PSTN. Configure a
new trunk and add thetrunk to the existing route. Add the route to the PSTN usage and add the PSTN usage to the voice policy.B.
Install an additional IP-PBX that connects directly to the PSTN. Configure the existing trunk to use both IP-PBXsin resiliency
mode.C. Install aPSTN gateway that connects directly to the PSTN. Configure a new trunk to the new PSTNgateway. Create a
new route and anew PSTN usage. Add the route to the PSTN usage and add the PSTN usage to the voice policy.D. Install anew
trunk to acertified SIP trunk provider. Add the trunk to the existing PSTN usage. Add thePSTN usage to the voice policy. Answer:
CExplanation:https://technet.microsoft.com/en-ug/library/jj 721915.aspxhttp://www.gecko-studio.co.uk/si p-trunk-lync-sir/f NEW
QUESTION 6Y ou have a Skype for Business Server 2015 infrastructure that has Enterprise V oice enabled. When a caller dials an
unassigned number, the caller hears a custom message, and then the caller is forwarded to a user named Userl. Several months later,
Userl leaves the company. Y ou need to ensure that when a caller dials an unassigned number, the caller hears the custom message
and is forwarded to a user named User2. Which Skype for Business Management Shell cmdlet should you run? A.
Set-CsVoiceRouteB.  Set-CsAnnouncementC.  Set-CsUnassignedNumberD.  Set-CsUser Answer: BExplanation:
https.//technet.microsoft.com/en-us/library/gg425752.aspx NEW QUESTION 7?? Download the newest Passleader 70-333
dumps from passleader.com now! 100% Pass Guarantee! 70-333 PDF dumps & 70-333 VCE dumps:

http://www.passleader .com/70-333.html (57 Q& AS)
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